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Amendments to the Specification: 

1 .) Please replace the abstract of the disclosure with the following rewritten abstract. 
A replacement of the abstract is attached as a separate page to this amendment. 

ABSTRACT 

The invention is concerned with a method and an apparatus, wherein information data 
is sent between at least two transceivers in a telecommunication system. The 
information data is transmitted from the sender of a transceiver to the receiver of one or 
more other transceivers in form of digital signals having a given sampling frequency. 
The signals are played out by the receiver in a controlled way. The invention is mainly 
characterized by estimation of the sender's sampling rate at the sending side of a 
transceiver, transmitting the estimation to the receiving side of an another transceiver, 
and controlling the playout of the information data at the receiving side by means of the 
sampling rate estimated at the sending side to avoid delays and/or interrupts in the 
presentation. The invention is especially suitable in connection with packet based 
networks wherein the information data is sent between the transceivers in the 
telecommunication system in form of packet data frames, such as audio frames. 
(FIG. 2) 



2.) Please replace the paragraph beginning at page 15, line 13, with the following 
rewritten paragraph: 

In step 8, the awn sampling frequency is estimated at the receiver with the same 
methods and a compensation of the difference in said estimated sampling frequencies 
at said sending and receiving sides is carried out by a sample rate conversion method. 
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Said conversion method can be a method known in the art, e.g. a method, wherein the 
amount of samples in the packet frames are changed. The method can for example be 
the one referred to earlier on page 2, i.e. the one presented in "Applications of Digital 
Signal Processing to Audio and Acoustics" (p. 291) by Mark Kahrs and Karlheinz 
Brandenburg. 
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